
GrandStream HT-286 Configuration for freephoneline.ca 

To access the web interface: dial ‘***’ then ‘02’ from the phone attached to the ATA. 

Next, enter the IP address provided in your web browser. Login password is admin 

------------------------------------------------------------------------------------------------- 

Under the ‘Advanced Settings 1’ page, you will find all the settings necessary to make the HT-286 work 

with the freephoneline.ca services. 

 

SIP Server: voip.freephoneline.ca 

SIP User ID: freephoneline number 

Authenticate Password: SIP password 

Name: Caller-ID Name (currently only supported on SIP to SIP calls) 

Preferred Vocoder: Follow diagram above 

Continued... 



 

Register Expiration: 3600 (usually default) 

No Key Entry Timeout: 2 (number of seconds to wait before dialing after a number is entered) 

Use random port: YES 

Disable Call-Waiting Caller-ID: NO 

Send DTMF: Check ‘in-audio’ and ‘via RTP (RFC2833)’ 

PRESS UPDATE OR SETTINGS WILL NOT APPLY! 


